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[57] ABSTRACT

Loss of synchronization, due to a digital data signal having
the same signal value for an extended number of bit or
symbol periods, is overcome through the use of a coding
scheme which assures transitions after each such period
despite the absence of transitions in the signal to be encoded.
Broadly, within the encoder, a digital input signal having m
signal levels is transformed into a coded digital output signal
having n possible signal values, where m<n. The transfor-
mation alters the current digital input signal value as a
function of the previous coded digital output signal value
and the current digital input signal value performed in a
number system whose modulus is n. In a disclosed embodi-
ment, a binary input signal is coded into an output signal
having three signal levels. The transformation provided in
the encoder of this disclosed embodiment provides a coded
output signal whose value is equal to the previous coded
output signal value +1, modulo 3, when the current value of
the digital input signal is logical 1 and whose value is the
previous coded output signal value —1, modulo 3, or, equiva-
lently, the previous coded output signal value 2, modulo 3,
when the current value of the digital input signal is logical
“0”. Advantageously, this approach can be implemented for
the coding of a digital signal having two or more signal
levels.

14 Claims, 2 Drawing Sheets
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DIGITAL CODING TECHNIQUE WHICH
AVOIDS LOSS OF SYNCHRONIZATION

TECHNICAL FIELD

The present invention relates to coding of digital signals
of two or more signal levels and, more particularly, to such
a technique which avoids a loss of synchronization due to
the decoding of a coded signal which is transitionless for
some time interval.

BACKGROUND OF THE INVENTION

In many communications applications, a digital data
signal having an input signal rate is encoded prior to
transmission through a communications channel and then
decoded at a receiver. This coding, i.e., encoding/decoding,
improves system performance provided the received signal
can be properly decoded into the digital data signal. For
proper decoding, the received encoded signal must be
sampled using a clock which is synchronized to a clock at
the transmitter. Loss of synchronization can arise when the
coded signal is transitionless for an extended time period.
This can arise when the digital data has a constant signal
value for an extended period of time.

In binary systems, a number of techniques have been
devised which reduce problems associated with a long
sequence or “string” of constant signal values. In one
solution, known as alternate mark inversion (AMI), the
polarity of logical “1” signals are alternately coded with
opposite polarity. While this technique operates satisfacto-
rily, it only avoids a loss of synchronization due to long
strings of logical “1” inputs. Synchronization loss can still
arise when there is a long string of logical “0s”. In another
solution, coding techniques, such as Manchester coding and
differential Manchester coding are used which ensure a
transition in the coded signal level despite an unchanging
input signal level. The problem with Manchester coding and
its derivatives is that they are bandwidth inefficient because
the transitions are provided at twice the input signal rate. In
addition, they require rather complex circuitry to implement.

It would therefore be beneficial if a coding technique
could be devised which was easy to implement, conserving
of bandwidth, and is applicable to the coding of digital
signals having two or more signal levels,

SUMMARY OF THE INVENTION

In accordance with the present invention, the shortcom-
ings of the prior art are overcome through the use of a coding
technique which assures a transition in the coded signal level
despite a lack of transition in the input signal. Pursuant to the
present invention, within an encoder, a digital input signal
having m signal levels is transformed into an encoded signal
having n signal levels, where n>m. The transformation
provided is a function of all priorly received values of the
digital input signal performed in a number system whose
modulus is at least m+1. Or, equivalently, the transformation
provided is a function of the current value of the digital input
signal and the value of the encoded signal corresponding to
the previous value of the digital input signal performed in a
number system whose modulus is at least m+1. The decoder
provides a transformation which is the inverse to that
provided by the encoder. In one embodiment of the present
invention, an encoder transforms a binary input signal, i.e.,
m=2, into a coded signal having three signal levels, i.e., n=3.
Each appearance of a logical “1” is transformed into a coded
output signal equal to the last output signal plus 1, modulo
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3. Similarly, each appearance of a logical “0” is transformed
into a coded output equal to the last output signal minus 1,
modulo 3. The decoder provides the inverse of the encoder
transformation to reconstruct the binary input signal. Advan-
tageously, this approach can be implemented for the coding
of a digital signal having two or more signal levels.

BRIEF DESCRIPTION OF THE DRAWING

FIG. 1 is a block-schematic diagram of an illustrative
embodiment of the present invention; and

FIG. 2 is a graphical depiction of the output, the coding
provided by an embodiment of the present invention.

DETAILED DESCRIPTION

As shown in FIG. 1, in an illustrative embodiment 100 of
the present invention, a digital data signal, which may also
include control signals, is coupled from source (101) to
encoder 102. This digital data signal can be a sequence of
bits or symbols, the latter being representative of a plurality
of bits and having some number of discrete values. The
encoder transforms the digital data signal into an encoded
signal which is outputted to a communications channel or
signal storage medium 103. In the case of the former, the
embodiment 100 is typically part of a communications
system in which the encoded signal is coupled via the
medium between two destinations. The coded signal pro-
vided to the communications channel or signal storage
medium is decoded by decoder 104 into the digital data
signal and thence coupled to destination 105. In either case,
the digital data can represent a variety of different informa-
tion including, voice, facsimile, video, etc.

Encoder 102 includes mapper 106, latch 107, and con-
verter 108. Mapper 106 receives the digital data signal on
lead 112 and transforms this signal into an encoded signal.
The mapper is responsive to the current value of this digital
data signal and the encoded mapper output corresponding to
the previous digital data signal. Latch 107 stores an output
of mapper 106. Relative to the current value of the digital
data signal, this output is that corresponding to the previous
value of the digital data signal. Converter 108 then converts
the encoded signal into one suitable for transmission through
the communications channel or storage in the signal storage
medium. The use of converter 108, while advantageous in
certain system applications, is not required by the present
invention. Continuing on, deconverter 109 and demapper
110 respectively provide functions opposite to that provided
by converter 108 and mapper 106. Specifically, demapper
110 transforms the coded signal into the corresponding
digital data signal. The demapper is responsive to the current
value of the coded signal and the previous value of the
signal. This previous value is provided by latch 111. The
recovered digital data signal appears on lead 113 which,
during proper system operation, is identical to that provided
by source 101.

To overcome any loss of synchronization due to the lack
of transitions in the digital data signal on lead 112, the
mapper and demapper incorporate a mapping function
which insures transitions in the coded signal despite the
absence of transitions in the corresponding digital data
signal. For a multilevel digital data signal, i.e., a digital data
signal conveying data on two or more signal levels, the
output of mapper 106 can be represented by the variable O,
where O is any number in the base n. In general, in
accordance with the present invention, O is a function of the
current value of the digital data signal (D) to be encoded and
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the coded signal value (P) corresponding to the previous
value of the digital data signal which can be expressed as
f(D,P). The coded signal corresponding to the previous
value of the digital data signal will hereinafter be referred to
as the previous coded signal. Or, equivalently, it may be said
that O is a function of all previously received values of the
digital data signal.

The function f(D,P) is such that O is never equal to P, i.e.,
the coded signal value always changes for successive digital
data signals, and the coded signal value is different for each
of the possible values of the digital data signal. One possible
function which meets these requirements is when O is equal
to a sum of three variables, modulo n. More specifically,

O=APDYAP—D—W)pouto v )

where P is the previous output of the mapper stored in latch
107; D is the current value of the input to the mapper which
is any number in a modulo m number system; W is any
number not congruent to 0, modulo n; and n>m+W. Con-
gruent in this context means not equal or equivalent to in the
modulo n number system. For example in modulo 3,3 is
equivalent to 0. When n>m+1, Equation 1 advantageously
provides the ability to eliminate DC bias and/or the coded
output to convey auxiliary information in addition to the
coded digital data signal. If this capability is not required,
then equation (1) can be simplified by setting W=1. The
functional mapping provided by the encoder is carried out in
a modulus which is at least 1 greater than the number of
input signal levels. For the application where W=1, m=2,
n=3, and f(D,P)=(P—D—1),,,4.10 »» the coded output sig-
nals provided by mapper 106 are set forth in Table 1.

TABLE 1
P
(Previous Coded Signal)
2 0 1
D 0 1 2 0
(Current Input) 1 0 1 2

The functionality provided by Table 1 is equivalent to
adding +1 to the previous output, modulo 3, when the
current input value is logical “1” and subtracting “1” from
the previous output, modulo 3, or, equivalently, adding +2
when the current input value is logical “0”. Advantageously,
each output of the mapper is converted into a predetermined
voltage signal by converter 108. The conversion process
respectively transforms the 2, 1 and O outputs of the mapper
into —v, +v and O, where v is a predetermined voltage.
The decoder provides the inverse function of the encoder.
Broadly, within the decoder, the coded output signal of the
encoder is transformed back into the original digital data
signal through the use of a function which inverts or reverses
the transformation provided by the encoder. For an encoder
transformation in accordance with equation (1), the inverse
transformation, f(P,D), can be expressed as

D=f {BDY=P—O0—Whnouto @

Examining equation 2, it can be seen that the recovered
digital data signal is a function of the current and previous
decoder input signal values performed in a number system
whose modulo is n. For the case where W=1, the demapping
provided by the demapper is set forth in Table 2.
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4
TABLE 2
P
(Previously Coded Signal)
0 1 2
o 1} —_ 0 1
(Current Coded 1 1 — 0
Signal) 2 0 1 -

FIG. 2 depicts the output 201 of encoder 102 for an
exemplary binary data input 202. It should be noted that
despite the absence of transitions in the digital data input 202
at certain times, the output of the emcoder provides a
transition after every bit interval during such times. For
example, for the four consecutive logic “1” input values
designated as 203-206, the encoder provides outputs
207-210 which have a transition after every bit interval. The
same is true for any succession of logic “0” inputs. See, for
example, input designations 211-213 and the corresponding
outputs 214-216.

It should, of course, be noted that while the present
invention has been described in reference to an illustrative
embodiment, other arrangements may be apparent to those
of ordinary skill in the art. First, for example, while the
disclosed embodiment utilizes discrete devices, these
devices can be implemented using one or more appropriately
programmed, general-purpose processors or special-purpose
integrated circuits or digital processes or an analog or hybrid
counterpart of any of these devices. Second, for example,
while in the disclosed embodiment the converter transforms
the output of the mapper into one of a plurality of prede-
termined voltages so that the transmitted signal is amplitude
modulated, the present invention is compatible for use with
other modulation formats by changing the function provided
by the converter and deconverter. More specifically, if the
converter provided a set of output frequencies, or phases, or
optical signal intensities or optical pulse widths, etc., the
present invention can be used with a variety of different
modulation schemes.

We claim:

1. Encoding apparatus which transforms a digital input
signal into a coded digital output signal, said apparatus
comprising

means for receiving said digital input signal, said digital

input signal having m signal levels and,

means responsive to said digital input signal for trans-

forming this signal into said coded digital output signal
having n signal levels, where n>m, and wherein said
coded digital output signal is not identical to said
digital input signal, said transforming means providing
a transformation, which is always a function of all
priorly received digital input signal levels, performed
in a number system having a modulus of n.

2. The apparatus of claim 1 wherein said transformation
is also another function of said digital input signal and said
coded digital output signal performed in a number system
whose modulus is n.

3. The apparatus of claim 2 wherein said digital input
signal and said coded digital output signal each have values
which vary with time and the value of said coded digital
output signal for a given digital input signal is equal to a
combination of a previously coded output signal value and
the current digital input signal value performed in a number
system having a modulus of n.

4. The apparatus of claim 2 wherein said digital input
signal is a binary signal and said coded digital output signal
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has three signal levels.

5. Encoding apparatus for transforming a digital input
signal into a coded digital output signal, said apparatus
comprising

means for receiving said digital input signal, said digital

input signal having m signal levels:

means responsive to said digital input signal for trans-

forming this signal into said coded digital output signal
having n signal levels n>m, and wherein said coded
digital output signal is not identical to said digital input
signal said transforming means providing a transfor-
mation which is always a function of all priorly
received digital input signal levels performed in a
number system having a modulus of n;

wherein said transformation is also another function of
said digital input signal and said coded digital output
signal performed in a number system having a modulus
of m;

wherein said digital input signal and said coded digital
output signal each have values which vary with time
and the value of said coded digital output signal for a
given digital input signal is equal to a combination of
a previously coded output signal value and the current
digital input signal value performed in a number system
having a modulus of n;

wherein said digital input signal is a binary signal and said
coded digital output signal has three signal levels; and

wherein the value of said coded digital output signal at
any time is equal to the last coded digital output signal
value plus one, modulo 3, when the current value of
said digital input signal is logical “1”, and is equal to
the last coded digital output signal value plus “27,
modulo 3, when the current value of said digital input
signal is logical “0”.

6. The apparatus of claim 5 wherein the value of said
coded digital output signal at any time is equal to the
immediately preceding coded digital output signal value
plus 1, modulo 3, when the current value of said digital input
signal is logical “1”, and is equal to the immediately
preceding coded output signal value minus 1, modulo 3,
when the current value of said digital input signal is logical
“0”.

7. A method for encoding a digital input signal into a
digital output signal, said method comprising the steps of

receiving said digital input signal, said digital input signal

having m signal levels; and

transforming said digital input signal into said digital

output signal such that said digital output signal is not
identical to said digital input signal, said digital output
signal having n levels, where n>m, said transforming
means, providing a transformation which is always a
function of all priorly received said digital input signal
levels, performed in a number system having a modu-
lus of n.

8. Decoding apparatus which transforms a digital input
signal into a digital output signal, said apparatus comprising

means for receiving said digital input signal, said digital

input signal having n signal levels; and

means responsive to said digital input signal for trans-

forming this signal into said digital output signal such
that said digital output signal is not identical to said
digital input signal, said digital output signal having m
signal levels, where n>m, said transforming means
providing a transformation, which is always a function
of successive values of said digital input signal, per-

15

20

25

30

40

45

55

60

65

6

formed in a number system having a modulus of n.

9. The apparatus of claim 8 wherein said digital input
signal and said digital output signal each have values which
vary with time, and the value of said digital output signal for
a given digital input signal value is equal to a combination
of this value and the value of a prior digital input signal
value performed in a number system having a modulus of n.

10. The apparatus of claim 8 wherein said digital output
signal is a binary signal and said digital input signal has
three signal levels.

11. The apparatus of claim 10 wherein the value of said
digital output signal at any time is a function of a difference
between the values of two successive digital input signals,
modulo n.

12. A decoding apparatus which transforms a digital input
signal into a digital output signal, said apparatus comprising

means the receiving said digital input signal, said digital

input signal having n signal levels; and

means responsive to said digital input signal for trans-

forming this signal into said digital output signal, said
digital output signal having m signal levels, where n>m
said transforming means providing a transformation,
which is always a function of successive values of said
digital input signal, performed in a number system
having a modulus of n:

wherein said digital output signal is a binary signal and
said digital input signal has three signal levels, wherein
the value of said digital output signal at any time is a
function of a difference between the values of two
successive digital input signals, modulo n, and wherein
the value of said digital output signal at any time is
equal to 1 less than a difference between the values of
two successive digital input signals, modulo n.
13. A method of decoding a digital input signal into a
digital output signal, said method comprising the steps of
receiving said digital input signal, said coded output
signal having n signal levels and;
means responsive to said digital input signal for trans-
forming this signal into said digital output signal such
that said digital output signal is not identical to said
digital input signal, said digital output signal having m
signal levels, where n>m, said transforming step pro-
viding a transformation, which is always a function of
successive values of said digital input signal, per-
formed in a number system having a modulus of n.
14. Encoding apparatus which transforms a digital input
signal into a coded digital output signal, said apparatus
comprising
means for receiving said digital input signal, said digital
input signal having m signal levels and said digital
input signal having a value equal to any one of said m
signal levels at each of a plurality of times, and
means responsive to said digital input signal for trans-
forming the signal into said coded digital output signal
having n signal levels, where n is greater than m, and
wherein said digital input signal is not identical to said
digital output signal, said transforming means provid-
ing a transformation which is invariant with the values
of said digital input signal at two consecutive times in
said plurality of times, said transformation being a
function of all priorly received digital input signal
levels, performed in a number system having a modu-
Ius of n.



